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Abstract—The second generation (2G) cellular networks are
the current workhorse for machine-to-machine (M2M) commu-
nications. Diversity in 2G devices can be present both in fon
of multiple receive branches and blind repetitions. In pregnce
of diversity, intersymbol interference (ISI) equalization and co-
channel interference (CCl) suppression are usually very aoplex.
In this paper, we consider the improvements for 2G devices
with receive diversity. We derive a low-complexity receive based
on a channel shortening filter, which allows to sum up all
diversity branches to a single stream after filtering while keeping
the full diversity gain. The summed up stream is subsequenyl
processed by a single stream Max-log-MAP (MLM) equalizer.
The channel shortening filter is designed to maximize the mutal
information lower bound (MILB) with the Ungerboeck detection
model. Its filter coefficients can be obtained mainly by meansf
discrete-Fourier transforms (DFTs). Compared with the stde-of-
art homomorphic (HOM) filtering based channel shortener which
cooperates with a delayed-decision feedback MLM (DDF-MLM)
equalizer, the proposed MILB channel shortener has superio
performance. Moreover, the equalization complexity, in tems of
real-valued multiplications, is decreased by a factor thatequals
the number of diversity branches.

I. INTRODUCTION

This is especially attractive for 4G-enabled smart phones,
where more that two receive antennas are specified.

Despite all the advantages that diversity offers regarding
coverage extension and interference robustness, it majes s
processing in the receiver very complex, especially siimuge
carrier 2G systems suffer from ISI and CCI, whereas the
adjacent-channel interference can be mitigated through lo
pass filters. To suppress CCI, the space-time filter (STF) is
proposed in[[4]. It is a joint filtering and channel estimatio
algorithm that combines the multiple received streams &to
single stream and maximizes the signal to interference and
noise ratio. However, as shown ihl [4], the ISI should not
be handled by the STF since it causes noise enhancement.
Furthermore, after STF the ISI duration is prolonged, which
increases the complexity for ISI equalization. On the other
hand, due to the limited length of the training symbols, atjoi
optimization of the STF over multiple branches is infeasibl
This is due to the fact that, the correlation matrix of the re-
ceived samples corresponding to the training symbols besom
singular as the number of diversity branches increases.

Therefore, in this paper we propose a low-complexity re-

Although in some parts of the world 2G networks areeiver for ISI channels with multiple diversity branchesigh
replaced by cutting-edge 4G and beyond networks, nowadaysble to achieve the full diversity gain with a single simea
2G networks are the workhorse for emerging M2M commuequalizer. It contains two stages: (1) interference siggwa
nications [[1], longevity of 2G networks is predicted notdeato suppress the CCl, and (2) channel shortener to reduce the
only since it offers global ubiquitous coverage and has tmeimber of states in ISI equalization. Different from STF, in

largest number of subscribers worldwide.

the first stage we suppress the interference based on the leas

In order to make 2G networks competitive with othesquare (LS) criteria and keep the ISI channel of the target
standards which intend to conquer the 200kHz bands, seser unchanged. Besides interference suppression, thigeec
eral extensions have been proposed over time. Some exteeeds to deal with the ISI introduced by the frequency-
sions aim for better coverage while others aim for higheelective channels.
throughput and better robustness against interferencet Wh The MLM equalizer [[5] implements the maximum log-

many extensions have in common is the use of diversity. Hikelihood sequence estimation| [6] with soft decisionswHo
example, in extended coverage GSM (EC-GSM), coverageer, the number of states in the equalizer increases ex-
is improved to reach, e.g., deep-indoor devices via blipmbnentially with the ISI duration. Therefore, techniquds o
repetition diversity[[2]. Hereby the same GSM radio burst ishannel shortening were developed to reduce the number of
transmitted repeatedly to ease reception by the 10T devitke states in the equalizer by filtering the ISI channel with a
Another extension called Evolved EDGE (E-EDGE) [3] aimprefilter. Traditionally, the minimal phase filtér [7] is lizied to

at improving the fallback capability of 2G networks, and t@oncentrate the energy of the channel impulse responsé (CIR
make user experience less frustrating when loosing breabb#o the first few taps. Efficient design of the prefiters based on
connectivity of e.g. 4G cellular networks. To provide aable homomorphic filtering can be found inl[8].][9]. The signal
fallback solution, E-EDGE offers up to 1Mbit/s downlinkparts corresponding to the channel tails with smaller gnerg
data rate. Moreover, antenna diversity is used to incream® removed from the received signal by the delayed-decisio
throughput under noisy and interference prone environsierfeedbacks[[10] and results in the DDF-MLM equalizer.
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In [11], the authors proposed a different design of thieom all N diversity branches, respectively. Then modél (2)
channel shortener and the MLM equalizer is based on than be written in the vector form

Ungerboeck mode[[12]. The channel shortener is designed to -1
maximize the lower bound of the information rate correspond Yy = Zhwk_g + zp, (3)
ing to a mismatched detection model. We call this approaeh th -0

MILB demodulator, which contains a MILB channel shortene\;;/here theN x 1 vectorh, comprising the/th tap CIR from
and MLM equalizer with channel tails truncated. The MILB,, diversity branches reads

demodulator was successfully applied to E-EDGE system
in [13]. However, [11] and[[13] solely deal with a single he=[nY h} ... BT, (4)
receive antenna ISI channel. .

In this paper, we extend the MILB demodulator to suppol':%rther’ define theVK x 1 vectorsyy., andzy.x, and the
diversity which combines multiple diversity branches irsto +1L—1) x 1 vectorzy, as
single data stream. As shown in Section 1V, the proposed Y = [YF yg+1 y;6f+K71]T,
two-stage receiver is efficient in suppressing the CCI. Harrt
more, with significantly reduced complexity in the equalize T
the MILB demodulator has a superior performance than the Tr:k = [Th-rL41 ThoLy2 - ThiK-1] ()
homomorphic filtering based channel shortener followed Byhen the signal model[(3) that comprises a total /¢
the DDF-MLM equalizer. We denote the latter approach gg:eived scalar samples reads
the HOM demodulator.

_ 1, T T T T
Zek = [Zk Zrp1 - Zhixal s

. x=Hz K+ 2kK, 6
Notations: Yk kK + ZkK (6)

Throughout the paper] represents an identity matrix,@nd theN K x (K + L — 1) convolution matrixH is
super_s_cripts T and “1” den_ote the mat_ri_x transppse and hy_1 - hi ho
Hermitian transpose, respectively. In additiori[r{ )" is the .
trace operator, R{ } ” fetches the real part of a variablex* H— hry - hi ho
denotes the linear convolution, an&" is the tensor product. : S

Il. SINGLE-INPUT MULTI-OUTPUT SIGNAL MODEL hi—1 - hy ho

Consider a single-input and multi-output (SIMO) systerBased on signal model§](3) anld (6), in Section II-A below
with N diversity branches and/ interferers. The symbols we lay down the channel estimation module that will be used
are transmitted over frequency-selective channels witlitied in both stages of the receiver. In Section II-B we discuss the
white noise. The received samplg’ on the nth diversity noise estimation that will be used in the second stage.

branch can be modeled as .
M1 1 A. Least Square Channel Estimation

-1
n _ n n,m _m n In an E-EDGE alike system, the CIR of the target user can
= hyxr_¢ + Sp_y Tt 1Ny, 1 ’ a ’
Yk ; ¢ Z Zpe ot i @) be estimated through training symbols. Assume dhaitx, are
wherezy, is the transmit signal of the target usef; is the the transmitted training symbols with length= Ko + L — 1

transmit signal from thenth interferer, and»} is the noise as defined in[{5). Froni16), it holds that

variable on thenth recei_ve b_ranch, all at tima. The_éth tap Yoty = HTho: Ko + Zho: Ko 7
of the CIR on thenth diversity branch corresponding to the }

target user and thesth interferer are denoted &§ andp;"", Firstly, we define a useful operat@r(a, L) that generates a
respectively. The longest ISI duration over all branchethef (K — L+1) x L matrix by cyclically Smft'”g the e!ements of
target user and interferers are denoted amd 1, respectively. the K x 1 vectora =fag a; ... ax—1]" as below:

We assume that the noise variablgsare zero-mean complex

m=0 £=0

- ) ) - ar—1 ar—-2 -+ Qg
Gaussian random variables with variangg. ap, ap_q1 - ai
Let z}* denote the interference term on théh branch as T(a,L)= ) ) ) .- (8)
M-1I-1 ax 1aK. 9 vt GK—1
A= D pse i | . .
m=0 (=0 Define theKoxL matrix S =T (xx,.x,, L) which is generated

from thev x 1 training symbol vectory, .k, . Further, let the
vectorsyy .k, andzy g, comprise the the received samples
and interference terms from tinig to ky+Ky—1 on thenth

then model[{ll) can be written as
-1

n __ n n
Yk = ; hiwy—e + 2. 2) diversity branch, respectively, which are defined as
_ T
Lety, = [vQ yp ... yo ‘T andz, = [20 2} ... 22 1" be Ykoeko = [WUko Ykot1 " Yot Ko—1] -

the vectors that comprise the received samples and ineeider Nl A CRPERRE CO] 9)
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Fig. 1. The two-stage receiver with CCI suppression and tiieBMiemodulator. The brancheg’ to y™N—! can alternatively be obtained from different
blind repetitions in the repetition diversityl[2].

Then from model[{J7), we have covariance matrif? are updated and sent to the MILB channel
" n " shortening module, which generates the prefiligrsand the
Ykoio = SP" + 25k (10) coefficientg that will be used in the MLM equalizer. Samples
where theL x 1 vector ™ comprising the CIR on thesth on different branches are filtered and then summed up to a

diversity branch reads single data strear). Unlike DDF-MLM equalizer in the HOM
" - n T demodulator which needs parallel branch metric computatio
h" =1[hg hy -~ hi ] for each diversity branch, the MLM equalizer in the MILB

Therefore, the LS channel estimate /of, which is denoted demodulator only requires a single branch metric caloutati
ash’, can be obtained through The complexity of the HOM and MILB demodulators will be

further discussed in Section IlI-C.

(11) A. Stage One: CCI Suppression
B. Noise Estimation At the first stage, the received sampigs are filtered by the
Based on the channel estimatedinl (11), the estimahe of ~filters w,, ;, (0 < n,m < N) to suppress the CCI. The filters

@) can be obtained, which we denotefas From model[(B), have tap lengthL,, (a design parameter) and are designed
the N x N covariance matrix® which represents the spatialbased on the signal modél {10) to minimize the estimation

R = (s*s)_l STyl .

correlation of the interference is estimated through error on themth branch, which is
~ _ 2
R =E |22 = o
e, = min Z Whnm*Ype. kg~ *Tho:Ko—Lo+1] -
1 Rttt w220
K ZkZ (12)  The errore, can be written in the matrix form as
k=F
h ’ N-1 2
)
where en = min |y TFwm — Tsh
L—-1 Wn,m
R ~ m=0
o=y, — Y i . n(2
=0 = min W, —Tsh |, (13)

Since the CCI is effectively suppressed by the interfere
suppression process on each diversity branch at the figg,sta
the temporary correlation of the interference is not furthe ¢y = [T(QJ T% Tév_l ],
considered at the second stage in the receiver.

ere

and
IIl. THE STRUCTURE OF THETWO-STAGE RECEIVER W. — [ T T T }T
n — .

Wpo Wy " Wy N—1
In Section Il, we have discussed the channel and noise ' o '

estimates based on the training symbols. In this section, WB€ (Ko — Lu + 1) x L,, matrix T'5" and (Ko — L, + 1) x L
elaborate on the structure of the two-stage receiver astiepi Matrix T's are generated by the operabrspecified in [():
in FigureD._At the first stage, the samples are_filtgred_ by T = T(YP o L),

a group of filtersW,, to suppress the CCI. The filtering is Ty = T(x L)

applied to mitigate interference without dealing with tt&d | 3 ko:Ko—Lus+1: 575
channel of the target user. Then at the second stage, baskdrey;’ ;. andzy,.x,-r,+1 are the vectors comprising of
on the filtered sampleg, the channel estimatél and noise received samples on theth diversity branch and the training



symbols as in[{9) and{5), respectively. The estimateon where B is the mean square error matrix
thenth branch has been obtained through (11). Taking the first

order differential ofW,, in (I3) yields the optimal filter B— (HT (I®R™")H+ I)fl_ (20)
-1
W, =c¢h(¢¢l) Tsh”
G2 (CQCQ) ’ The operationV 'Y filters each diversity branch separately

The received samplag™ are then filtered by the filtersy,, ,, and the samples after filtering are summed up as
to obtain the purified data onth diversity branch as

N1 N-1 T
- — m g=Vy = v, * . 21
U= D Wamy™ Y (7;) y”) (&9
m=0
After filtering, the signal model[6) still holds for a dataln (18), for the purpose of channel shortening, the mat¥ix
transmit block with sizek + L — 1 as is constrained to be a band-shaped Hermitian Toeplitz rmatri
~ ~ with a memory lengthy < L, that is, only the middl€r + 1
Ypx = HEh + Ziikc, (14) diagonals can take non-zero values. We define thefirstl

wherez,, is the residual interference after the CCI suppressioon-zero elements in the first column 6f as
Furthermore, updated channel and noise estimates ar@ethtai
through [(T1) and{32) with filtered samplgg in (I4), which g=1lg91 - gl

will be sent into the MILB channel shortening module in the . . . -
second stage of the receiver. Furthermore[ + G is constrained to be positive definife [11]

and we assume that
B. Stage Two: MILB Channel Shortening Algorithm

The MILB channel shortener extends the framework devel- I+G= UUT, (22)

oped in [11] to deal with multiple diversity branches. Wil | , . , .
channels, the MILB channel shortening is developed when t&€reU is a K x K upper triangular Toeplitz matrix generated
block sizek + L — 1 is infinite, in which case, we can let theffom the vectoru, which comprises the first + 1 non-zero
channel matrixe represent circular convolution instead of th&!€ments in the first row ot/ as

linear convolution with al.-tap ISI channel on each diversity
branch. This approximatiEncan reach any given precision

[14] and is a result of Szeg0's eigenvalue distributiorotieen o y .
[15]. With such assumption, we can rewrite the mofie) (14) agenote® = [up—1 -~ ug], and from [2P) it holds that,

Y =HX+ Z, (15) 9y - g1 90+1g] -~ gyl =uxa. (23)

whereY and X are K x 1 vectors representing the receivedry,q optimalu is designed to maximizéz in (@), and the
samples and transmit signal, respectively. The ve@ids a optimal prefilterw,, and coefficientg can be solved through
complex Gaussian noise vectorthqt ob@y& CN(O,I@R)._ (9 and [2B), respectively. The algorithm is based on the
The NK x K block circulant matrixH is generated by itS peT and inverse DFT (IDFT) operations and is summarized

u=[uguy - Uy

first column[hg hy -+ hp—1 O -+ O]T. Assuming that i, Algorithm-1. The derivation is provided in Appendix A.
the demodulator operates on the Ungerboeck mdd#1| X ),
which is

Algorithm-1: MILB channel shortening.

T(vY|X) =exp (2R {X'VY} + XlGX),  (16) - : _
Input: Channel estimaté&l and correlation matrixz;

the lower bound of the information rate is defined as 1. DFT of h, for all diversity branches to obtain
frequency responsg; in eq. ;
In = —B(Y) + H(Y| X), (17) A=
2. CalculateAr = (A, R™ " Ap+1) i . ;
where} is the entropy operator. Following the same approach alcuiatesy ( ’“1_% k+_ ) in eq. [28);
as in [11], a closed form fofy in (I7) can be reached - IDFT of Ay, t(_) Obt_a'an’ which are elements
of MSE matrix B in eq. [29);
Ir = K +log (det(I + G)) — Tr(B(I + G)), (18) 4. Calculate the optimal vectar based orb, as
. . ) . in eq. [30) and eq[(31);
with the optimal K x K prefilter rr11atr|xV reads 5. Calculate the optimaj based on eq[T23):
Vopt = (HHT +I® R) HI+G), (19) 6. DFT of the opt|maZM}f) obtainU,, in eq. [32);
7. Calculate@sz% in eq. [33);
lUnder the case thalt—1 zero-padding tail symbols are inserted between 8. IDFT of ®, to obtéin préfiltera;n in eq. [3%);

successive transmit blocks in order to eliminate intedbloderference, the

. N-1
linear convolution is equivalent to the circular convabuti Output: {v”}nzo andg.




C. Complexity Analysis

It was shown in[[1B] that, computing the channel shortening
prefilter coefficients in the MILB demodulator requires half
the complexity as in the HOM demodulator. With diversit)‘:
branches, the savings can also be achieved with AIgorithm—f
This is because that, the inversion of covariance maRiis

required in both demodulat@sand step 2 and 7 in Algorithm- Table 2. Real Multiplication Number per Stage in Equalizer.

1 require a low amount of scalar multiplications and invemnsi

CumiLB

To obtain low complexity, we set = 1, and it holds that
(4v + 2)Sv 1 3

Caom

- N(4L +2)Sv+1
r different modulations, the number of real multiplicatiis
listed in Table 2 where we assumé = 2 and L = 8.

NRL+1)

compared to the case with a single diversity branch in [13]. Modulation | § | Ny | v | Cuom | CviLs
Next we evaluate the complexity of equalizers in the HOM GMSK 2| 2 1] 320 24
and MILB demodulators, which is measured by the the number 8PSK 8 | 8 | 1] 5120 | 384
of real multiplications (one complex multiplication is aued 16QAM | 16| 16 | 1 | 20480 | 1536
as four real multiplications) per symbol stage. Notice tlize 32Q0AM | 32| 32 | 1| 81920 | 6144

HOM demodulator requires a memory storage and updating

process of the feedback symbols in all states with DDF-MLM On the other hand, instead of computirgz;_, and

equalizer. However, since the MILB channel shortener h&szr—¢ directly at each stage, when symbois utilize a

truncated the channel tails, the MLM equalizer requires rfitxed alphabet (which does not hold for GMSK modulation),

feedback and is a simpler process than DDF-MLM equalizéfey are the same for ak’ stages. Hence, they can be pre-
Below we assume that the memory length in both equanzéiglculated and stored. Then the branch metric calculaton c

is v and the cardinality of the symbol modulation alphabet #és€ look-up-table (LUT) operations. With such an approach,

S. Then the number of states for both equalizers equals the number of real multiplications required to calculate on
N — s branch metric isNS andS for the HOM and MILB demod-
# =0

ulators, respectively. Therefor€y s is still decreased by

The branch metric calculation of the DDF-MLM equalizer i factor of N over Cuonm. Meanwhile, the number of LUT

the HOM demodulator is based on the Forney model, and@geration in the MILB demodulator is onl: + 1)/L of the
the kth stage is calculated as number of LUT operations in the HOM demodulator.

Y(@hy Tl | Tl 1y Tk Lg1) X IV. NUMERICAL RESULTS
N-1 v L-1 2 In this section we evaluate the performance of the proposed
STliw =D hiake— Y hpir low-complexity two-stage receiver. The uncoded bit erater
n=0 £=0 t=v+1 (BER) and block error rate (BLER) are measured. We assume

where (zy,--- ,,_,) are the symbols deduced from thén E-EDGE system with a single transmit antenna and two

current stateg? is the filtered data obtained ifif21), and€C€ive antennasN = 2). The uncoded BER and BLER
(#5—y_1,-  @x_1+1) are the feedback symbols on thére measured with different modulation and coding schemes

survival path leading to the current state. Hence, it neeffdCSS). and tested under typical urban (TU) and hilly terrai
N(4L + 2) real multiplications to calculate. Since the (HT) channels. The channel profiles are set according to the
branching factor isS, the total complexity at each stage for3CPP specification [16]. We consider four different MCSs tha
the DDF-MLM equalizer is are specified in Table 3 and= 1 in all tests. In the plots, we

. denote the signal to noise power ratio 5V and the signal
Crom = N(4L + 2)NyS = N(4L + 2)S" . to CCI power ratio asS/I, both in dB, respectively.

Table 3. MCS for E-EDGE Downlink [17].

(24)

On the other hand, the Ungerboeck model based branch metric
of the MLM equalizer in the MILB demodulator is

. User Data Coding
v MCS | Modulation
Tk, Thy) X —2RAxE | g7 — 2o | S+ a0lzl?. Rate (kbps) Rate
k) { ’“( " ;gz * Z)} gole MCSI | GMSK 8.8 053
Since go|zx|? is the same for allK stages, it can be pre- mggg 1?3?:/' 24213 82;
calculatefl and the complexity of this part can be ignored. Q 67.2 0.65
Hence, it needs4r + 2) real multiplications to calculate. MCS10| 32QAM : :

Since the branching factor is als®y the total complexity at
each process stage is

CyviLs = (4v + 2)NuS = (4v + 2)8" L.

In Figure[2 and Figurgl3, we evaluate the CCI suppression
performance for the MILB and HOM demodulators under
TU channel at speed 3km/h. TH&N is fixed to 20dB and
the performance without interference suppression is @ehot
with suffix ‘NolS’. As shown in Figuré]2 and Figufé 3, both
the uncoded BER and BLER are significantly boosted by
suppressing the CCIl. At0% uncoded BER, the gain with

(25)

2In the HOM demodulator, the colored noise needs be whitemien
the homomorphic filtering on each diversity branch.

SWhen z is modulated with a constant amplitude suchdsPSK, this
term can be removed from the calculation.
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CCl suppression is around 6dB for MCS5 and 3dB for MCS#he HOM demodulator at all speeds. Moreover, HT channel at
The gain of MCS8 is reduced since, wheii I increases 100 km/h is around 1dB worse than HT channel at no speed
the interference level decreases, hence the impact of G&£h% BLER.

suppression also degrades. As shown in Table 2, although the

complexity of the MILB demodulator is much less than the V. CONCLUSIONS

HOM demodulator, with CCI suppressing the performance is | this paper we proposed a low complexity two-stage

almost the same with MCS5 as shown in both figures. Withceiver with interference suppression and MILB channel
MCSS8, the MILB demodulator shows a gain of about 0.2dBnortening for single carrier SIMO systems. The first stage i
at 10% BLER above the HOM demodulator. CCI suppression, which removes the co-channel interferenc
Next we test the cases without CCl and under HT chann@, the second stage, the MILB channel shortener generates
which has long tails and is difficult for channel shorteningyoth the optimal prefilters and coefficient for the Ungerboec
As shown in Figur¢l4 and Figué 5, the MILB demodulator ifnodel based MLM equalizer. The received samples from
superior to the HOM demodulator both with MCS1 and MCS§ijfferent diversity branches are summed up to a single data
under HT channel at no speed. With MCS10, as shown dfream prior to the MLM equalizer. The proposed receiver is

Figure[6 and Figurgl7, the MILB demodulator is around 1dByaluated for an E-EDGE system. As shown by the numerical
better atl0% uncoded BER and 2dB better Ht BLER than results, the first stage is very effective in suppressing the
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CCL. In the second stage, although the MILB demodulatétence, the optimal vectay defined in [[2R) can be obtained
truncates the channel tails and cooperates with a reduagal-sthrough the optimat: as in [23). Defining the DFT

MLM equalizer, it shows superior performance compared with
the traditional homomorphic filter which cooperates witle th
DDF-MLM equalizer. Furthermore, the MILB channel short-

ening algorithm uses the discrete-Fourier transformsclwhi

allows reusing resources from e.g. OFDM modems.

APPENDIXA

Denote theK x K Fourier matrix asF' and the(s,n)th
element asf'(s,n) = exp (—2jmsn/K). The block circulant

matrix H has the decomposition
H = (F ' ®I)AF,

where A = diag(Ao , A1, ..
each block elemend, = [A\to A1 Aenv—1)T
N x 1 column vector that comprises the DFT

L—1 .
25wkl
Mo = 3 exp (— jK ) . (27)
£=0

Inserting [26) back intd(20)B can also be decomposed as

B=F 'AF,
where theK x K diagonal matrixA is
-1
A=(ATeR)A+T)

and thekth diagonal element oA reads

—1
Av=(ALRA+1)
Next we define the IDFT
K—1 .
1 29mks
bS:?;Akexp< % ),0§5<K.

By [11, Proposition 2], the optimdl that maximizes[(18) is

given by

1
Uy = ;
Vb0 — b.(B,) 1]
and
[up ug -+ w] = —ugby(By) ™",
whereb, is defined as
b, = [} b3 -+ b},
and ther x v sub-matrixB, of B is
bo bi --- b

v—1
by bO . b:t—Q

B, =

bufl bl/72 e bO

(26)

(28)

(29)

(30)

(31)

- 2jmk
US_E:uZeXp<— 125>,0§5<K, (32)
k=0

and denotindJ as theK x K diagonal matrix withl/,,, being
its mth diagonal element, then the optinfl,,, in (19 ) can
be decomposed as

Vot = F'O(FI),

where theK x K block diagonal matrix® is calculated by

. ,Ak—1) is block diagonal and and themth block elemen®, = [O;9 ©,1 ---

e-— (AAT yI® R)_lAUUT,

65,N71] is
is the an N x 1 vector that can be calculated as
-1 |U2R™IA
O, = UL (AA+R) Aj=—"—" "2 (33
U] ( ) 1+ AIR™IA, 33)

Finally, the optimal filterv,, (0 < n < N) for nth diversity
branch is obtained through the IDFT as

(1]

(2]

(4

(5]

(6]

(7]

El

[10]

[11]

[12]

[13]

1 = 2jmwsn
v, = 7 ; @S,nexp< 7 ) ) (34)
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